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LISTING OF THE CLAIMS 



This listing of claims will replace all prior versions, and listings, of claims in the present 
application. Additions to existing claims arc identified by underlining . Deletions to existing 
claims are indicated by strik e lhrough or [[double brackets]]. 

1. (Currently Amended) A method of servicing a telephone call directed to an Internet 
Protocol telephony device coupled to an Internet Protocol network, the telephone call being 
placed from a telephone device coupled to a public telephone network by dialing a first 
telephone number associated with the Internet Protocol telephony device^ the method comprising 
the steps of: 

activating a local number portability t rigger set at a first telephone switch included in said 
public telephone network, the local number portability trigger being responsive to calls received 
by said first telephone switch directed to said first telephone number: 

pausing call processing at said first telephone switch in response to activation of said 
local number portability trigger: 

accessing a local number portability database to obtain a number associated with a 
second telephone switch included in the public telephone network: 

activating a second trigger set at the second telephone switch, the second trigger bcin^ 

responsive to calls rccci v_c,d_by. said second telephone switch directed to said first telephone 
number; 

accessing a database maintained in said Internet Protocol network to obtain there from 
information associated with the first telephone number; and 

controlling completion of said call by said second telephone switch as a tunction of the 
information obtained from said Internet Protocol network database. 



2. (Currently Amended) The method of claim 1, 

wherein the obtained information includes call forwarding information; and 
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wherein the step of controlling completion of said call includes operating said second 
telephone switch to route said call using a second telephone number included in the obtained 
information. 

3. (Original) The method of claim 1, wherein the obtained information includes call 
forwarding information. 

4. (Currently Amended) The method of claim 3, 

wherein the obtained information includes an Internet Protocol address; and 
wherein the step of controlling completion of said call includes operating said second 
telephone switch sail to route said call using the TP address included in the obtained 
information. 

5. (Currently Amended) The method of claim 4, 

wherein the obtained information includes call screening information; and 
wherein the step of controlling completion of said call includes terminating said call 
without completing it to said first telephone number when said call screening information 
indicates that the call will not be completed successfully by the Internet Protocol network to the 
Internet telephony device corresponding to the first telephone oallud number. 

6. (Original) The method of claim 5, wherein the call screening information includes 
bandwidth information. 

7. (Original) The method of claim 5, wherein the call screening information includes 
language information. 

8. (Original) The method of claim 5, wherein the call screening information includes 
calling party telephone number information. 
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9. (Currently Amended) The method of claim 1, wherein said second t rigger is an advanced 
intelligent network trigger, the method further comprising the step of: 

pausing call processing at said second telephone switch following activation of said 
second trigger; and 

sending a message to a service control point located in said public switched telephone 
network, the service control point performing said accessing of the Internet Protocol network 
database stea. 

1 0. (Currently Amended) The method of claim 9, wherein the step of accessing said Internet 
Protocol network database includes: 

using Session Initiation Protocol (SIP) to contact a device in said Internet Protocol 
network which is responsible for retrieving information from said Internet Protocol network 
database. 

1 1 . (Currently Amended) The method of claim 10, wherein said second telephone switch is a 
gateway switch which interconnects said public telephone network with the Internet Protocol 
network, die method further comprising, for calls completed to said Internet Protocol telephony 
device: 

operating the gateway switch to generate Internet Protocol packets corresponding to said 
telephone call; and 

transmitting said generated Internet Protocol packets to the Internet Protocol network for 
delivery to said Internet Protocol telephony device. 

12. (Currcndy Amended) The method of claim 9, wherein the Step of accessing said Internet 
Protocol network database includes: 

using Enum to contact a device in said Internet Protocol network which is responsible for 
retrieving information from said Internet Protocol network database. 

13. (Original) The method of claim 1 2, wherein said device in said Internet Protocol network 
which is contacted is a domain name server. 
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1 4. (Currently Amended) The method of claim 1 , wherein the step of accessing said Internet 
Protocol network database includes: 

using Session Initiation Protocol (SFP) to contact a device in said Internet Protocol 
network which is responsible for retrieving information from said I nternet Protocol network 
database. 

1 5. (Currently Amended) The method of claim I , wherein the step of accessing said Internet 
Protocol network database includes: 

using S es sion Initiation Protocol ENUM to contact a device in said Internet Protocol 
network which is responsible for retrieving information from said Internet Protocol network 
database. 

16. -22. (Cancelled) 

23. (New) A method of forwarding a call from a calling party to a called party via an 
Internet Protocol (IP) network where the called party is associated with a called party telephone 
number and the calling party is associated with a calling party telephone number, comprising: 
receiving at a second service switching point (SSP) a call routing message from a first 
SSP, the call routing message having a telephone number of the second SSP in a called party 
field of the call routing message and the called party telephone number in another field of the 
call routing message; 

determining that the called party telephone number is associated with a device connected 
to the IP network; 

forwarding the call to a switching device connected to the second SSP, the switching 
device also connected to the IP network, including the called parry telephone number; 

determining a called party IP network address based on the called party telephone 
number; 

converting the call to a plurality of JP packets; 

directing the plurality of IP packets to the called party IP address. 
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24. (New) The method of claim 23, further comprising: 
receiving a call request for the call at the first SSP, including receiving the called party 

telephone numher; 

determining that a local number portability trigger has been set at the first SSP that is 
applicable to the calling party telephone number; 

transmitting a call processing message to a first SCP; 

retrieving a local routing number associated with ike called party telephone number, the 
local routing number comprising the telephone number of the second SSP; 

transmitting a call control message to the first SSP, the call control message including the 
local routing number and the called party telephone number; 
routing the call to the second SSP. 

25. (New) The method of claim 23, further comprising; 
determining that a trigger has been set at the second SSP that is applicable to the called 

parly telephone number; 

transmitting a call processing message to a second SCP, Ihe call processing message 
including the called parly telephone number; 

determining whether one or more ATN services arc associated with the called party 
telephone number and performing said one or more AIN services; 

transmitting a call control message to the second SSP instructing the second SSP to 
complete the call 

26. (New) The method of claim 25, further comprising: 
sending a first SIP message to a device in the TP network and including the called party 

telephone number, and receiving a second SIP message in response to the first STP message, the 
second SIP message including at least one of call routing information, bandwidth information, 
and screening information. 

27. (New) The method of claim 25, further comprising: 
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sending a first ENUM message to a device in the IP network and including the called 
party telephone number, and receiving a second ENUM message in response to the first ENUM 
message, the second ENUM message including at least one of call routing information, 
bandwidth information, and screening information. 

28. (New) A method of forwarding a call from a calling party to a called party via an 
Internet Protocol (IP) network where the called party is associated with a called party telephone 
number and the calling party is associated with a calling party telephone number, comprising: 

receiving at a device in the TP network a call request associated with the call, the call 
request including the called party telephone number; 

determining routing information for the call based on the called party telephone number, 
wherein the routing information indicates a gateway to a circuit-switched telephone network; 

sending a call routing message to the gateway, the call routing message having the calling 
party telephone number located in a called party number field of the call routing message, and 
the called parry telephone number located in a another field of the call routing message; 

receiving the call routing message at the gateway; 

activating a trigger based on the called party number field; 

determining that the call originated from the IP network based on the calling party 
telephone number; 

determining a billing location associated with the calling party telephone number and 
sending a billing instruction to a billing location; 

retrieving the called party telephone number from the another field of the call routing 
message; and 

routing the call to the called party telephone number via a switch in the circuit-switched 
telephone network. 
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